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QUESTION 1

Refer to the exhibit. 

An engineer is troubleshooting a call-establishment problem between Cisco Unified Border Element and Cisco UCM.
Which command set corrects the issue? 

A. SIP binding in SIP configuration mode: voice service voip sip bind control source-interface GigabitEthernet0/0/1 bind
media source-interface GigabitEthernet0/0/1 

B. SIP binding in dial-peer configuration mode: dial-peer voice 100 voip voice-class sip bind control source-interface
GigabitEthernet0/0/0 voice-class sip bind media source-interface GigabitEthernet0/0/0 

C. SIP binding in dial-peer configuration mode: dial-peer voice 300 voip voice-class sip bind control source-interface
GigabitEthernet0/0/1 voice-class sip bind media source-interface GigabitEthernet0/0/1 

D. SIP binding in SIP configuration mode: voice service voip sip bind control source-interface GigabitEthernet0/0/0 bind
media source-interface GigabitEthernet0/0/0 

Correct Answer: B 

 

 

QUESTION 2
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An engineer has temporarily disabled toll fraud prevention for SIP line calls on a Cisco CME12.6x and must enforce
security and toll fraud prevention for the SIP line side on Cisco Unified CME. Which configuration must be used to start
this process? 

A. voice service voip enable ip address trust list 

B. voice service voip ip address trusted list 

C. voice service voip ip address trusted authenticate 

D. voice service voip enable ip address trust authentication 

Correct Answer: B 

Reference:
https://www.cisco.com/c/en/us/td/docs/voice_ip_comm/cucme/admin/configuration/manual/cmeadm/cmetoll.html 

 

QUESTION 3

Refer to the exhibit. An administrator configured Device Mobility but is receiving reports that local calls are failing when
a user takes their device from the RTP location to the Charlotte location. The administrator confirmed that the correct
subnet is configured under the Device Mobility info page. In addition, the roaming device pool has the correct Device
Mobility calling search space selected. Which configuration change resolves the issue? 

A. Join across lines is not supported with Device Mobility and must be disabled. 

B. The network locale must be changed from none to the Charlotte locale. 

C. The physical location must be updated from none to the appropriate location. 

D. The device must be added to the Device Mobility group. 
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Correct Answer: D 

 

 

QUESTION 4

An administrator is asked to configure egress call routing by applying globalization and localization on Cisco UCM. How
should this be accomplished? 

A. Localize the calling and called numbers to E.164 format and globalize the called number in the gateway. 

B. Globalize the calling and called numbers to E.164 format and localize the called number in the gateway. 

C. Localize the calling and called numbers to PSTN format and globalize the calling and called numbers in the gateway. 

D. Globalize the calling and called numbers to PSTN format and localize the calling number in the gateway. 

Correct Answer: B 

 

QUESTION 5

A customer reports audio quality issues between video endpoints in the HQ location in California and one of the
branches in Texas. Which two actions must RTCP take to troubleshoot this issue? (Choose two.) 

A. Allow for VAD to be used for calls using the G7.29 codec, which reduces the usage of the WAN bandwidth and saves
around 30% of bandwidth per call 

B. Configure the rtcp keepalive command in Cisco Unified Border Element to generate reports, which can be reviewed
using the debug voip rtcp packet command. 

C. Encrypt the media to stop rogue devices from replying and putting that traffic back on the WAN, which avoids any
extra bandwidth and ensures the quality of the calls. 

D. Gather statistics on a media connection and information such as packets sent, lost packets, jitter, feedback, and
round-trip delay. This information can help isolate the type of audio quality issues and the direction of the affected
traffic. 

E. Compress the headers of RTP traffic to lower the bandwidth consumption over the WAN, which allows more calls
with less bandwidth consumed. 

Correct Answer: BD 
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